API methods

HTTP: http://host:9091

WCS REST API

HTTPS: https://host:8888

Method example: http.//host:9091/RestCall/call

500 - Internal error

REST method Params Returns Errors Description
/RESTCall/call CallConnection {} 409 - Conflict Cpenatb SIP 3BOHOK Ans
500 - Internal error kenca SIP as RTMP
/RESTCall/getCalls {} List<Call> 404 - Call not found MonyunTb CNNCOK BCEX
500 - Internal error SIP-3BOHKOB
/RESTCall/getStatus Call String 404 - Call not found MonyunTb cTatyc
500 - Internal error SIP-3BOHKa
/RESTCall/lhangup Call {3 404 - Call not found C6pocuTtb SIP-3BOHOK
500 - Internal error
/RESTCall/sendDTMF DTMF {3 404 - Call not found Otnpaeutb DTMF BHYTpPK

SIP-3BoHKa

/RESTCall/findRtspAgents

RtspAgentFilter

List<RtspAgentFilter
>

404 - RTSP not found
500 - Internal error

MonyunTb Bce RTSP
ceccum

/RESTCall/findAlIRtspAgents

{}

List<RtspAgentFilter

500 - Internal error

Monyuntb BCe RTSP



http://host:9091/
https://host:8888/

ceccum

/RESTCall/shutdownRtspAgent | RtspAgentFilter {} 404 - RTSP not found OctaHoBuTtb RTSP

500 - Internal error ceccuio
/RESTCall/startupRtspAgent {uri="rtsp:/"} {3 500 - Internal error CospaTtb RTSP-ceccuto
/RESTCall/findStreams Stream List<Stream> 404 - Stream not found | Hantu notkn

500 - Internal error
/IRESTStream/getStream Stream Stream 404 - Stream not found | HanTu oguH NoToK

500 - Internal error
/RESTStream/terminate Stream {3 404 - Stream not found | 3aBepwmnTb paboTy

NOTOKa

Params

CallConnection

String callld;

String parentCallld;
Boolean incoming;
String status;
Integer sipStatus;
String rtmpUrl;
String rtmpStream;

RtmpStreamStatus rtmpStreamStatus;

String caller;
String callee;

Boolean hasAudio = true;




Boolean hasVideo = false;

String sdp;

String visibleName;

Map<String,String> inviteParameters;

String mediaProvider;

String sipMessageRaw;

Boolean isMsrp = false;

String target;

Boolean holdForTransfer = false;
Boolean sipRegisterRequired;
String sipLogin;
String sipAuthenticationName;
String sipPassword;
String sipVisibleName;
String sipDomain;
String sipOutboundProxy;
Integer sipPort;
String sipContactParams;
Integer width;
Integer height;
String supportedResolutions;
Boolean useProxy;
Boolean useDTLS;
Boolean useWsTunnel = false;
Boolean useWsTunnelPacketization2 = false;
Boolean useBase64BinaryEncoding = false;
List<String> mediaProviders;
String appMainClass;
String appCallbackClass;
String authToken;
String status;
Map<String,RestMethodConfig> restClientConfig;
String clientVersion;




String clientOSVersion;
String clientBrowserVersion;

Call

String callld;

String parentCallld;

Boolean incoming;

String status;

Integer sipStatus;

String rtmpUrl;

String rtmpStream;
RtmpStreamStatus rtmpStreamStatus;
String caller;

String callee;

Boolean hasAudio = true;

Boolean hasVideo = false;

String sdp;

String visibleName;
Map<String,String> inviteParameters;
String mediaProvider;

String sipMessageRaw;

Boolean isMsrp = false;

String target;

Boolean holdForTransfer = false;

DTMF

String callld;
String dtmf;
DTMFType type;

RtspAgentFilter

uri
status

Stream

String mediaSessionld;
String remoteMediaElementld;




String name;

boolean published;
boolean hasVideo;
boolean hasAudio = true;
StreamStatus status = StreamStatus.NEW:;
String sdp;

String info;

boolean record;

String recordName;

int width;

int height;

int bitrate;

int quality;

String rtmpUrl;




